Dial Peer

Status

You can check Dial Peer Status here
All the information will be shown on this page.

!:!.] glgﬁb Dial Peer Status

Dial Peer
| Mobile | Port | State | Remote Address

Status | 1 5064 IDLE/A )
Settings 2 5066 OFF/0
Routs 3 5068 OFF/0

4 5070 OFF/0
Mobile 5 5072 OFF/0

6 5074 OFF/0
e 7 5076 OFF/0
SIP Settings g 5078 OFF/0
STUN Setting
Update

System Autharity
Save Change

Reboot

Default: Ch1:5064 Ch2:5066 Ch3:5068 Ch4:5070.......
You can change the ports on SIP Settings/Ports settings
State status:

INIT/0: GSM module is initialing

IDLE/O: GSM module not register

IDLE/1: GSM module registered

BUSY: GSM port is busy

LISTEN: GSM port is engaged

OFF/0: GSM module is out of working

Remote Address:
The IP Address which came from LAN side



Settings

!:P ETPE?E Dial Peer Setting

Dial Peer Transfer SIP Message

- ¥es ®No Replace contact to Dial Peer.

Status

Settings

-

Route & GO0 Busy Everywhere (default)
Mobile ) 408 Request Timeout
- o
SIP Settings Working Mode (O OFF @ Intemal O External
STUN Setting External UREL 192 168.0.156:5060 | [ Dial Peer for XP )
Update

P I Submit I [ F{ese’\
System Authority / \
Save Change Dial Peer Configuration Table corresponding IP
Reboot (please read next page)

*** If you have dial peer server, Sip
server/Asterisk set GSM route,please set Dial
Peer server’s |IP**

\

1. Transfer SIP Message
The Replace contact to dial peer: The default is OFF, which won’t

send the SIP message to corresponding port through Dial Peer.
If ON, all SIP messages will send to corresponding port via Dial
Peer.

2. SIP Response when all busy
Both 600 and 408 are SIP message, that user can select the

corresponding response while all ports are busy.
The Default is 600



Dial Peer
Lan to mobile *,#: Dial peer software will look for available channel to dial out.

Warking Mode COFF @ Internal O External
External URL ( Dial Peer for ¥P )

Working Mode: OFF - To disable dial peer, so MV-378 will working under one
IP and 8 ports

Internal - To motivate dial peer, so MV-378 will working under one IP and one
Port.

Mode: calls will come to dial peer, and dial peer will route calls to idle channels.

E.g SIP Server sends call to MV-378 IP: 5060
when the first port is busy, MV-378 will use the second
port to dial out...and so forth.

External > MV-378/MV-374 will be controlled by external dial peer program.

External URL - External dial peer program’s IP address and port number.



Edit DialPeer.ini (External Dial Peer)

[Window]
Xpos=512
Ypos=252

Width=471
Height=399
[Info]

Total ip / port

Total=16
[VoiplP]
1=192.168.0.100 —
2=192.168.0.100
3=192.168.0.100
4=192.168.0.100
5=192.168.0.100
6=192.168.0.100
7=192.168.0.100
8=192.168.0.100 —
9=192.168.0.110 —
10=192.168.0.110
11=192.168.0.110
12=192.168.0.110
13=192.168.0.110
14=192.168.0.110

15=192.168.0.110
16=192.168.0.110—
[SipPort]

1=5060 —

2=5062
3=5064
4=5066
5=5068 >
6=5070
7=5072
8=5074 —
9=5060
10=5062
11=5064
12=5066
13=5068

The first
MV-378

The second
MV-378

The first
MV-378

The second
MV-378

14=5070
15=5072

16=5074
[RtpPort]
1=60000
2=60002
3=60004
4=60006
5=60008
6=60010
7=60012

8=60014 _/
9=60000 ~

10=60002
11=60004
12=60006
13=60008
14=60010
15=60012

The second
MV-378

The first
MV-378

The second
MV-378

16=60014 ~

[PtcPort]
1=40000
2=40000
3=40008
4=40008
5=40016
6=40016
7=40024

\

The first
MV-378

8=40024 ~

9=40000 )

10=40000
11=40008
12=40008
13=40016
14=40016
15=40024

The second
MV-378

16=40024



External Dial Peer Log
You can check the Statue here

%3 Dial Peer - (Apr 19 2011, 15:55:33)

Fil= Hel

Lag ( S‘ta’IUSJJSet | Evert |
cH 1 ol IF | port | =0 | state 1 remaote |
1 192 1680111 S0 23 IDLEM 192 165.0.96:5060
2 1924650111 SOGE 22 IDLEM 192 1 65.0.96: 5060
3 192 1658.0.111 S06ES 21 IDLEM 1921 65.0 96: 5060
4 192165.0.111 S070 21 IDLEMD 1921 65.0.96: 5060
5 192 165.0.111 SO72 20 IDLEM 192 168.0 96:50E0
(=] 192468.0.114 S074 21 IDLEM 1921 658.0.96: 5080
i 1921680111 SO7E 20 IDLEM 1921 68.0 96: 5080
a 192 165.0.111 S07S 20 IDLEM 192 165.0.96: 5060

1. CH: The number for GSM port of MV-37X
2. MvIP: The IP address of MV-37X for Dial Peer connection
3. Port: The corresponding port for MV-37X
4. Sq: Signal Quality for MV-37X GSM Port:

5. State: The GSM Port Sate status

INIT/1: GSM module is initialing
IDLE/O: GSM module is not register
IDLE/1: GSM module is registered
BUSY: GSM Port is busy

LISTEN: GSM port is engaged
OFF/0: GSM module is out of working

6. Remote: The VolP Sender’s IP



Call Data to Server (CDR)

MV can provide Call Detail Record (CDR) for traffic and accounting
management. User need to download external Dial Peer software on PC and
can monitor traffic.

Data ID: MV will create one default Data ID

Data Server: Please fill the PC’s IP, which is executed External Dial Peer
Software

PORTech

Your CTi Partner

SIP Responses Setting

A
Diai Peer
Response on port busy.
Hogte @ 486 Busy here
Mobile O 503 Senice unavailable
Network
v SIP R
SIP Settings e
- ®on OOFF 180 Ringing ( Force to ON, if 183 was OFF. )
i’,emie s Q0N ®OFF 183 Session Progress
Port Settings
Codec Settings
Codec ID Setti
i e_L - ?e g ®Yes O Mo  Send Call Events to Data Server
DTMF Setting 2
RPort Setting Data ID Mv-000000 3
SIP Responses Data Server 192.168.0.156:5020 (URL:Port)

Other Settings
STUN Setting [ submit ]
Update

System Authority

Save Change



External Dial Peer
You can check CDR Statue here

3 Dial Peex - (Apr 19 2011, 15:55:33)

il Help

Log | Stotus | st @
N

C cimi | fan | dlir ‘ makile | totart ‘ thnz ‘ tEnd 1 sfate | remark

1 Mw0000DD 7 4BB922102062561 e
2 My000000 5 4BE921405104218 Il
3 Mw000000. 4 4BB015800265726 Idle
4 Mw-000000 B 4BR015800265724 Idle
5 MyODDDDD & 4BE922102862549 Ide

i Mw00000D 2 4BE9Z3301930022 lefle
T MLODDDDD 3 4BR015400297468 e
g M-O00000 4 4BE9ZZ202956645 1921680596 = D9B07EHTE 2011009721 154506 +26 Ielle
q

10

1. ID: The MV’s Data ID
2. CH: The GSM channel of MV-37X
3. Cimi: The SIM Card ID
4. Lan: Show the outgoing Lan IP or Incoming Lan IP
5. Dir: The Arrow shows the route to be Lan to Mobile or Mobile to Lan
6. Mobile: The outgoing mobile number or incoming mobile number
7. tStart: When the call started(date and time)
8. tANS: The second answering the call
9. tEND: The second ending the call(duration)
(tANS, tEND are the exactly talking seconds)

10.State: The GSM Port Sate status



CDR Files store at C:\Program Files\DialPeer

The CDR log is stored in this “cdr” file each hour, which includes all gsm port
call detials record.
If there’s no calls in this hour, it won’t creat any log.
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BREEHRTHE - Q, E}
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CDR File




Example:

B 1 cOr-AGGYOROBERS: dir-L20: urL=0.18.0.9: onb-MRTERTS: ttarCaTalRC0 /0 1545200 bni-o: satesLnn

1. 1d=Mv-000000: The MV’s Data ID

2. Ch=1: The 1* channel for MV ID

3. Cimi=466922202956645 : The SIM card ID for this GSM port

4. dir=L2M: The route is Lan to Mobile (If it's Mobile to Lan, that shows M2L)
5. iurl=192.168.0.96: The incoming IP

6. omb=0980763178: The outgoing number

7. tStart=4e7a0682(2011/09/21 15:45:06): The duration for the call

8. tEnd=+26: The call end on 26" second

9. state=LanEnd: The call hang up on Lan side.



